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Vi ph‘ne Navod k pouziti VolP analogového adaptéru
SPA 2102 pro sluzbu viphone break
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1. Instalace pristroje

1.1.

Vzhled pristroje

1.2. Pripojeni pristroje

Pripojte adaptér k Vasi siti do zdifky Internet, pocita¢ do zdifky Ethernet,
analogovy telefon do zdifky Phone a pak pfipojte napajeni.

Ana[ogo\n} . Pocitac Internet Sitovy
telefon adaptér
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2. Nastaveni pristroje

2.1. Nastaveni IP adresy
Pockejte az Vam gateway pridéli IP adresu (pokud pouzivate DHCP). Pokud Vam
adresa pridélena neni, otevrete si piikazovy radek, napiste prikaz ipconfig

[release a pak ipconfig [renew.

Otevfete si VA3 internetovy prohlize¢ a zadejte adresu
http://192.168.0.1/admin/advanced

Zobrazi se:

5 Linksys SPA Configuration - Microsoft Internet Explorer

5 BEh® %

1N

A Division of Cisco Systems, Inc.

Router | Voice
Status | wan Setup ‘ Lan Setup ‘ Application | Userlogn ks | advanced

Product Information

Preduct Name: SPA-2102 Serial Number: FMS00F700750
Software Version: 3.3.5(a) Hardware Version: 1.0.5(a)

MAC Address: 000EO8E2E12F Client Certificate: Installed
Customization: Open

System Status

Current Time: 1/1/2003 12:07:40 Elapsed Time: 00:07:40

Wan Connection Type: DHCP Current IP: 192.168.1.23
Host Mame: SipuraSPA Comain:

Current Netmask: 255.255.255.0 Current Gateway: 192.168.1.254
Primary DNS: 192.168.2.72

Secondary DNS: 192.168.2.50 192.168.2.219

LAN IP Address: 192.168.0.1 Broadcast Pkts Sent: 8

Broadcast Bytes Sent: 2736 Broadcast Pkts Recv: 113
Eroadcast Bytes Recy: 15488 Sroadcast Pkts Dropped: 0

Eroadcast Bytes Dropped: 0

advanoed

Prejdéte na zalozku Wan Setup a nastavte parametry Vasi sité.

2.2  Nastaveni parametru sité

Pokud pouzivate pfipojeni pres kabelovou televizi nebo pfipojeni zavislé na adrese
sitové karty, zjistéte si MAC adresu sitfové karty v pocitaci. Zjistovani lze provést
nékolika zpUsoby:

- pfimo ze zafizeni (u Windows NT a vyssi piikazem ipconfig /all, u starSich
Widows programem winipcfg, u unix/linux systémi ifconfig -a)

- na webovém portalu uzivatele, napi. u spole¢nosti UPC je to
https://kraken.dkm.cz/ (viz. obr. nize)

- ze smlouvy s poskytovatelem pfipojeni (vypis parametrti)

- pokud v pfedchozich bodech neuspéjete, volejte zadkaznickou linku Vaseho
poskytovatele internetového pripojeni

Poznamka:

MAC adresa je 12-ti mistnd kombinace ¢isel a pismen zapsanych po
dvojicich oddélenych poml¢kou, napt. 00-12-4A-5B-67-8C (muze byt zapsana i
bez poml¢ek napi. 0012 4A5B 678C)

Tuto adresu napiste do pole Clone MAC Adress a pfepnéte Enable WAN Clone
Service na yes.
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Router Yoice

Status| Wan Setup | Lan Setup | application

Internet Connection Settings

Connection Type: |DHCP hd

Static IP Settings

User Login ~ bazic | adwanced

Router

| 2.2. Nastaveni listu Voice

Yoice |

Info | System | SIF | Provisioning | Regional | Line 1| Line 2 | User 1 | User 2

Product Information

User Login  basic | advanced

Static IP: MetMask: Product Mame: SPA-Z100 Serial Number: 33012GAS0382
Gateway: Software Version: 3.2.2(a) Hardware Version: 1.0.0(580a)
MAC Address: 000EDBECES04 Client Certificate: Installed
PPPOE Settings
PPPOE Login Mame: FPPOE Login Passward: SIS Status .
X Current Time: 3/13/2006 00:54:11 Elapsed Time: 00 37:51
PFPOE Service Name: RTP Packets Sent; i RTP Bytes Sent: 0
RTP Packets Recv: a RTP Bytes Recw: 0
Optional Settings SIP Messages Sent: il SIP Bytes Sent: 0
HostMame: Domain: SIP Messages Recy: a SIP Bytes Recy: [u]
Primary DHS: Secondary DHS: External IP:
DNE Server Order: Im DNE Query Mode: Im Line 1 Status
Primary NTP Server: Secondary NTP Server: Hook State: an Registration State: Mot Registered
Last Registration At MNext Registration In:
MAC Clone Settings Message Waiting: Mo Call Back Active: Mo
Enable MAC Clone Service: no _x Cloned MAC Address: Last Called Number: Last Caller Humber:
Mapped SIP Port:
Remote Management Call 1 State: Idle Call 2 State: Idle
Call 1 Tone: None Call 2 Tone: MNone
Enable WaAN Web Server: nox WaN Web Server Port: an

Call 1 Encoder:
Call 1 Decoder:

Call 2 Encoder:
Call 2 Decoder:

Q03 Settings Call 1 Fax: Call 2 Fax:
Q0S QDisc: INONE ‘I Maximum Uplink Speed: 128 (Kbps) Call 1 Type: Call 2 Type:

Call 1 Rermote Hold: Call 2 Rernote Hold:
WLAN Settings Call 1 Callback: Call 2 Callback:
Enable YLAN: no B WLAN IO 1 [0x000-0%FFF] Call 1 Peer Name: Call 2 Peer Name:

Undo All Changes | | SubmitAll Changes

Zmény potvrdte tlacitkem Submit All Changes .

Prejdéte na nabidku Voice.

Call 1 Peer Phone:
Call 1 Duration:
Call 1 Packets Sent:
Call 1 Packets Recv:
Call 1 Bytes Sent:
Call 1 Brtes Recy:

Call 1 Decode Latency:

Call 1 Jitter:

Call 1 Round Trip Delay:

Call 1 Packets Lost:
Call 1 Packet Errar:

Call 1 Mapped RTP Port:

Call 2 Peer Phone:
Call 2 Duration:

Call 2 Packets Sent:
Call 2 Packets Recv:

Call 2 Bytes Sent:
Call 2 Bytes Recy:

Call 2 Decode Latency:

Call 2 Jitker:

Call 2 Round Trip Delay:

Call 2 Packets Lost:
Call 2 Packet Errar:

Call 2 Mapped RTP Port:
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Prejdéte na zalozku SIP a zde vypliite:

RTP port min: 10000
RTP port max: 20000

SIPURA

technology, inc.

Provisioning | Regional | Phone | Ext 1 | User

Sipura Telephone Configuration

MNAT Support Parameters

Handle WIA received: no = Handle V1A rport:
Insert V1A received: no = Insert V1A rport:
Substitute WIA Addr: no = Zend Resp To Src Port:
STUM Enable: no = STUM Test Enable:
STUN Server: EXT IP:

ExT RTF Port Min: MAT Keep Alive Intvl:

Undo All Changes | | Submit All Changes

Zmény potvrdte tlacitkem Submit All Changes.

|SIP Parameters

Max Forward: 70
|Max Auth: 2
|SIP-Server Name: SWVERSION

|SIP Accept Language:

\Remove Last Reg: no
Escape Display Name:
|SIP-B Enable:
Held Package:

|Motify Cenference:

|SIP Timer Values (sec)
IstPT1:
|SIP T4
|S1P Timer F: 16
1P Timer-B: 16
VITE Expires: 240

|Reg Min Expires: 1

|Reg Retry Intwl: 30
|Sub Min Expires: 10
1sub Retry Intwl: 10

[Response Status Code Handling
|SITERSC:

|SIT3 RSC:

|Try Backup RSC:

|[RTP Parameters

|RTF Port Min:

|RTP Packet Size: 0.030
RTCP Tx Interval: 0
|Symmetric RTE: no |

Max Redirection:

SIP User Agent Name:

SIP Reg User Agent Name:
DTMF Relay MIME Type:
Use Compact Header:
Linksys Key System:

Talk Package:

Conference Package:

5

SWERSICN

applicaticn/dtmf-relay

SIP T2 4
SIP Timer B: 16
SIP Timer H: 16
SIP Timer J: 16
ReINVITE Expires: 30
Reg Max Expires: 7200
Reg Retry Long Intwl: 1200
Sub Max Expires: 7200

SIT2 R5C:
SIT4 R3C:
Retry Reg RSC:

RTP Port Max:
Max RTP ICMP Err:
No UDP Checksum:
Stats In BYE:

Pfejdéte na zalozku Line 1.

SPA 2102-v07.02

no -
no -
no -

no =
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2. 4. Nastaveni zalozky Line 1
Zde vypliite pole nasledovné:

SIP port: 5060
Proxy: viphone.cz
Use Outbound Proxy: yes

Outbound Proxy: sip.break.viphone.cz

Register : yes
User ID: Vase tel. Cislo*

Password: Zde zadejte Vase SIP heslo, které zjistite ve viphone
communicatoru (Nastaveni - Heslo a soukromi -> zobrazit
SIP heslo)

Auth ID: Vase tel. Cislo*

Prefered Codec: G729a

Use Prefered Codec Only: no

* tel. ¢islo zaddvejte ve tvaru 420xxxyyyzzz (bez ,,@viphone.cz“ a ,,+“)

Router | Yoice |
User Login  basic | adwanced

Info | System | SIP | Provisioning | Regional| Line 1 | Line 2 | User 1 | User 2

o Gt ==l '

Streaming Audio Server {SAS)

SAS Enable: SAS DLG Refresh Intvl: 30

SAS Inbound RTP Sink:

MNAT Settings

MNAT Mapping Enable: no - MAT Keep alive Enable: no

NAT Keep Alive Msa: FNOTIFY MAT Keep Alive Dest: $PROXT
Metwork Settings

SIP Tos/DiffSery Walue: 0x68 SIP Cos Walue: 3 [o-7]
RTF TaS/DiffSery Yalue: 0xh B RTP CoS Value: & [0-7]
Network Jitter Level: high Jitter Buffer Adjustrnent: [ip and down =

SIP Settings

SIP Port: 5060

EXT SIP Port:
SIF Proxy-Requirs:

SIP Debug Option: [rone =1
Restrict Source IP: no

Refer Target Bye Delay:

Refer-To Target Contact: no

I =l
]
I =l
Call Feature Settings
Blind Attn-fer Enable: no 'I
[yes =l
s =]

sfer When Hangup Conf: yes -

Conference Bridge Ports:

SIP 100REL Enable:
Auth Resyne-Reboot:
SIP Remote-Farty-I0:
RTP Log Intvl:
Referar Bye Delay:
Referee Bye Delay:
Sticky 183:

MOH Server:
Conference Bridge URL:

na
ves x

yes =

| i

no x

Proxy and Registration
Proxy:
Cutbound Proxy:

viphone.cz

sip.break.viphone.cz

SPA 2102-v07.02

Use Cutbound Proxy: ves = Use OB Proxy In Dialog:

Register: z Malee Call wWithout Reg: yes v

Register Expires: Ans Call Without Reqg: no [

Use DNS SRV: no |8 DNS SRV Auto Prefix: no |8

Frowy Fallback Intwl: 3600 Froxy Redundancy Method: lm
Veice Mail Server: Mailbox Subscribe Expires: 2147483647
Subscriber Information

Display Name: 42 DM User ID: 2 D
Password: Emmmm S Use Auth ID: ves v -

Auth ID: 42 0000000000

Mini Certificate:
SRTF Private Key:

Supplementary Service Subscription

Call Waiting Serv:
Block ANC Serv:
Cfwd All Serv:
Cfwd No Ans Serv:
Cfwd Last Serv:

ves =

il
n
4

il

m
13
4

i
n
4

Elock CID Serv:
Dist Ring Serv:
Cfwd Busy Serv:
Cfwd Sel Serv:

Block Last Serv:

o
n
]

i
[
“

<<= s
n "
] 4

m
"
4

o
Wn
4

Accept Last Serv: DND Serw:
CID Serv: yes | CWCID Serv: ec i

Call Return Serv:
Call Back Serv:

Three Way Conf Serv:

M
n
4

<=1zl
n 13
[ 4

Call Redial Serv:
Three Way Call Serv:

Attn Transfer Serv:

o
n
“

<<=
n ||
] 4

Unattn Transfer Serv: YES = MWI Serv: yes v
VMWI Serv: I'_v-as vl Speed Dial Serv: yes v
Secure Call Serv: ves |2 Referral Serv: ves |2
Feature Dial Serv: ves [ Service Announcement Serv: no |

Audio Configuration

Preferred Codec: Silence Supp Enable: no [
Use Pref Codec Cnly: Silence Threshold: lm
G729a Enable: Eche Canc Enable: ves =
G723 Enable: ves [ Echo Canc Adapt Enable: ves (B

Zmény potvrdte tlacitkem Submit All Changes. Adaptér se restartuje a po
nastartovani je vSe pripraveno.

-// Pozndmka: Pro spravnou funkcnost je potreba po nastaveni brany
zménit rezim volani v aplikaci viphone communicator. Rezim volani nastavite
v zalozce nastaveni -> Pokro¢ilé nastaveni -> rezim voldni -> ovladani jiného
hardwarového zarizeni.

Software a Firmware ke stazeni na http://www.sipura.com/support/index.htm
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3. Bezpecnostni pokyny

& Bezpecénostni pokyny

=

LY

L

[

L

¢téte pozorné navod k pouziti telefonniho pfistroje

pro instalaci a zapojeni telefonu provedte vSechny pokyny popsané
v navodu. V opacném piipadé se vystavujete riziku, Ze nastaveni
telefonu nebude provedeno spravné a telefon bude nefunk¢ni.

pro utirdni prachu na pfistroji pouzivejte vlhkou utérku nebo
antistatickou utérku. Nepouzivejte k ¢isténi pristroje benzin,
rozpoustédlo ani jiné

chemické latky

vzdalenost mezi telefonem a radiovymi zafizenimi, napf.
radiotelefonem, vyhledavacim zafizenim osob (paging) nebo
televiznim pfistrojem by méla byt

minimalné jeden metr

pokud je tfeba piistroj opravit, nerozebirejte jej sami, ale kontaktujte
servisniho pracovnika. Telefon pouze odpojte od zdroje el. energie.
Napt.:

pokud je poskozeny napéjeci kabel

pokud se do styku s vyrobkem dostala jakéakoliv tekutina
pokud vyrobek neodpovida nastaveni dle navodu

pokud je vyrobek poskozen (fyzicky)

pouzivejte pouze dodany napajeci adaptér

nepouzivejte vyrobek v blizkosti vody, pied ¢isténim vyrobek odpojte
ze sité el. energie (telefon neni vodotésny)

nevystavujte telefon pfimému slunci nebo vlivu jinych tepelnych
zdrojt. Provozni teplota je od +5°C do +40 °C

nezakryvejte telefon ¢ jeho jednotlivé ¢asti. Mohlo by dojit k pfehfati
pristroje
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4. PFilohy

4.1. Prohlasenio shodée

Zatizeni je ve shodé se smérnici 99/5/ES.

q3

4.2. Informace o obalech

- 5

PP

4.3. Pokyny pro zachazeni s elektroodpadem

Veskeré elektrické a elektronické vyrobky musi byt likvidovany oddélené od
komundalniho odpadu prostfednictvim ur¢enych sbérnych mist stanovenych vladou
nebo mistnimi urady.

Tento symbol Skrtnuté popelnice na koleckach znameng, Ze se na produkt vztahuje
evropska smérnice 2002/96/ES.

Spravna likvidace a samostatny sbér starych piistroji pomuze prevenci pred
negativnimi dtsledky na zZivotni prostredi a lidské zdravi. Je pfedpokladem
opakovaného pouziti a recyklace pouzitého elektrického a elektronického zatizeni.
Podrobnéjsi informace o likvidaci starych piistrojt si prosim vyzadejte od
mistniho uradu, podniku zabyvajiciho se likvidaci odpadd nebo v obchodg¢, kde
jste produkt zakoupili.

-/ Pozndmka:
V piipadé problémi s telefonnim piistrojem muZete kontaktovat nasi zdkaznickou
podporu na support@viphone.cz nebo na telefonnim ¢isle +420 222 500 500.

Zatizeni na trh Ceské republiky uvedla firma Unient Communications, a.s.
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